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ABSTRACT. We prove that the exact reconstruction of a function s from its
samples s(x;) on any “sufficiently dense” sampling set {z;};ca can be ob-
tained, as long as s is known to belong to a large class of spline-like spaces
in LP(R™). Moreover, the reconstruction can be implemented using fast algo-
rithms. Since a limiting case is the space of bandlimited functions, our result
generalizes the classical Shannon-Whittaker sampling theorem on regular sam-
pling and the Paley-Wiener theorem on non-uniform sampling.

1. INTRODUCTION

In sampling theory, the main goal is to reconstruct a continuous function g €
C(R™) from its samples g(x;) on a sampling set X = {x;};cp C R™, where A is
a countable indexing set, e.g., A = Z. If the sampling is uniform, i.e., the set
X = {x;}iea C R™ lies on a uniform Cartesian grid, then the function g(x) can
be recovered exactly from its samples as long as g € L?(R) is bandlimited and
the grid-points density is larger than the Nyquist density [20]. This is the classical
Shannon-Whittaker sampling theorem. In particular, if g € L?(R) and its Fourier

transform § is such that §(f) = 0,Vf ¢ I = [-1,1] (ie., g € By), then g can be
recovered from g(xo + k), k € Z, by the interpolation formula [20], [23]
(1.1) g(x) = Z g(xo + k) sine(x — zg — k),

keZ

where zy € R is arbitrary, and where, the interpolating function sinc(z) = sin(rz)

iy
is simply the inverse Fourier transform of the ideal filter function x;(f) in the band

I = [-1,1] (ie., xs(f) is the characteristic function of the interval I: x;(f) =

1, Vf € I, and x;(f) = 0, Vf ¢ I). A statement identical to the Shannon-
Whittaker sampling theorem is that the set of bandlimited functions B%, with

spectrum in [—1, 1

], is precisely the set of functions belonging to the space S?(sinc)
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given by

(1.2) S?(sinc) = {Z c(k)sinc(z — k) | c € 62} .
keZ

In fact, the set {sinc(z — k)}, is an orthonormal, hence an unconditional basis
for the space B%. Recall that a basis {ej }rez of a Banach space B is unconditional
if 37, c¢(k)er € B implies that ), exc(k)er € B for any choice of €, equal to either
+1 or —1 [17, pp. 16].

The Shannon-Whittaker sampling theorem can be generalized by changing the
sinc-function in (1.2) to an appropriate generating function A(z) as in [2], [3], [4]:

(1.3) S2(\) = {Zc(k))\(x—k)|ce€2}.
keZ

In this generalization, A does not have to be band-limited, hence S?()\) contains
functions that are not bandlimited. The bandlimited case and the expansion (1.2)
are obtained as the special case A(z) = sinc(x). Moreover, the sampling theory
for bandlimited functions is also a limit case for families A\"(x) with increasing
smoothness as n — oo (see [4] for details, and [5], [22] for examples that use
polynomial spline functions). Other generalizations of the uniform sampling theory
are discussed in [14], [15].

The classical result for non-uniform sampling is due to Paley and Wiener, and
it states that if the set X = {z;}icz C R is such that |z; — i| < 772, then a
bandlimited function g € C(R), with spectrum in [, 7] for some |y| < 1, can be
completely recovered from its samples g(z;) [19]. Duffin and Eachus showed that
the same is true if |z; — | < 0.22 [7], and Kadec showed that the maximal upper-
bound constant is 0.25 [16]. A detailed exposition and other generalizations of the
Paley-Wiener irregular sampling result can be found in [6]. There are also other
types of results on irregular sampling in which the sampling set is non-uniform,
but associated with the space of functions in a specific way [24], [25]. However,
such results are different from those of Paley-Wiener, which do not require a fixed
sampling set, but any sufficiently dense sampling set.

Extension to the multidimensional irregular sampling of bandlimited functions
in LP-spaces can be found in [10], [13]. The results are based on the properties of
Wiener amalgam spaces [9], [10], which we also use in this paper. In particular,
we will use the Wiener spaces WP = W (C, LP), which are locally continuous and
globally LP. Specifically, a continuous function g belongs to WP if its localization

(1.4) Frlgl(x) = sup |h(§ —x)g(E)]
EER™

by the window function h(§ — ) € D(R"™) is globally LP (here, D(R") is the usual
space of compactly supported, C* test functions):

(1.5) lall = [ 1Bulo)@)” da < o
R’n

It turns out that an equivalent characterization of Wiener amalgam spaces can
be obtained by a discrete form of (1.5) that gives the equivalent norm

(1.6) gl = D [Falgl DI,

lezn
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e.g., if the set {h(x—1)};czn forms a Bounded Uniform Partition of Unity (BUPU),
ie., >, h(z —1) =1 [8]. An important feature of both descriptions of these spaces
is the fact that they do not depend on the choice of the window function h(x) €
D(R™), i.e., changing h will simply change the norm of the spaces to an equivalent
norm [11].

In the present paper, we will generalize the theory of multidimensional irregular
sampling in [10], [13] to the case of spline-like spaces S(\) of the form

(1.7) S(\) = {s =) ek)Az— k:)} .

kezn

Our results can also be viewed as a generalizations of those in [18], where some
ideas from [10], [13], and ideas similar to those in [4] are used to construct, under
restrictive conditions, an irregular sampling theory for polynomial spline and other
wavelet subspaces of La(R).

Since the space S(A) that we consider must belong to LP(R™), the function A
cannot be chosen arbitrarily. Moreover, we want the set {\(z —k)},.z. to form
an unconditional basis of S(X). A sufficient condition is given by:

Proposition 1.1. The space S(A) is a closed subspace of LP (1 < p < c0), and the
set {\(x — k)},czn forms an unconditional basis of S(X) if there exist two constants
B > A >0 such that

(1.8) Allelle < || D ctb)Ma = k)| < Bllellp -
keZn Lp
To see that {A\(z — k)},c 2~ is a basis, simply note that if }  c(k)A(z — k) =0,
keZn

then the left inequality of (1.8) implies that ¢ = 0. The inequality on the right
of (1.8) implies that this basis is unconditional. For the special case of L?(R"),
to satisfy (1.8), a necessary and sufficient condition on a function A is that the
. 2
A(f+ )]

(AAV)(k), k € Z™, must be uniformly bounded above and below (here by definition
AV (z) = M(—=x)), i.e., there exist two constants M > m > 0 such that

(1.9) m<a(f)= Y }X(fm)ng ac.

kezn

Fourier transform a(f) = >, czx of the sampled autocorrelation a(k) =

This result can be found in [3], [4], and is also a special case of a general result in
[1].

We are now ready to give a formal definition of the spline-like spaces SP(\) that
we will use for the remainder of this paper:

Definition 1.1. For 1 < p < oo, a spline-like space SP(\) is a space described by
(1.7) with ¢ € £, and where A satisfies condition (1.8), hence SP C LP.

2. MAIN RESULTS

Our ability to reconstruct a function g € S(A) from irregularly spaced samples
depends on the sampling density of the sampling set. The density measure intro-
duced below (see [11], [12]) will play the same role for irregular sampling as the
Nyquist rate for the uniform sampling case.
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Definition 2.1. A set X = {x;};ca is 7-dense in R™, if R™ is the union of balls
centered on z;, and of radius ~:

(2.1) R" = | By(@:).
ieA
If the set X = {x;}ica is vy-dense, then we can always construct a piecewise-
constant function Vxs that interpolates the samples s(x;) of a continuous function
s € 5P, ie., (Vxs)(x;) = s(x;), Vi € A. The interpolating function that we
construct is constant on the Voronoi domains V; of the sampling points x;, defined
as

(2.2) Vi=A{z:|z; — 2| < |z; — x| Vi#j}

Thus, for s € WP, we define the piecewise-constant interpolant operator Vx by

(2.3) Vxs = Z s(zi)xv;

€A
where xv, is the characteristic function of V;. It is well-known that the operator
Vx maps the space WP into the space W (L>, LP) C LP [8].

By interpolating the samples of a function s € SP with Vx, and then projecting
the interpolated function Vx s on the space SP()), we get an approximation s; € SP
of our original function s. Since s and s; belong to SP, the error e = s — s; belongs
to SP as well. The values e(z;) = s(z;) — s1(x;) of the error at the sampling points
can be evaluated. Using the samples e(x;), we can repeat the interpolation and
projection procedure to obtain a function e; € SP. We add e; to s; to obtain the
new approximation sy to our function s. By repeating this procedure, we obtain a
sequence s1 + €1 + es + - -+ that converges to s as stated in the theorem below.

Theorem 2.1. Given X in W', and any bounded projector P from LP onto SP()\),
there exists v > 0 (v = v(\,p, P)) such that any s € SP(A\) can be recovered from
its samples {s(x;)} on any ~y-dense set X = {x;}icpn by the following iterative
algorithm:
Spa1 =PVx (s — spn) + Sn,
(2.4) " (5= 5n) + 5
S0 :PVXS .
Convergence of s, to s occurs in the WP-norm, hence in the LP-norm and in the
sup-norm (uniform convergence), and we have s — sp|l;o < |5 — Snllwe < Cra™
for some oo = a(y) < 1, and C; < 0.

The iterative algorithm can be described equivalently by
(2.5) $pp1 =T +T+T?+---+T")PVys,
where T'= I — PVx, and gives the inversion of I — T by the Neumann series:
I-T) '=1+T+T*+--

Remark 2.1. The fact that the sampling values s(z;) are well defined follows from
the fact that, under our condition on the generating function A, all the functions
in the space SP(\) are continuous.

Remark 2.2. By choosing the projector P appropriately, the algorithm will not
depend on the choice or knowledge of the operating space LP. All we need to know
is that the function s is a spline-like function to assure us that the convergence will
automatically be in the LP-norm, whenever the function is in SP C LP.
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Remark 2.3. An important point is that the reconstruction does not depend on any
individual sampling set X, but only on the their «-density. This means that as long
as the holes between samples is not too large, we can always recover any function in
SP exactly with our iterative algorithm. Moreover, in contrast to other approaches,
our method can handle clusters in the sampling set. On the other hand it is not a
simple frame algorithm, since we are not in a Hilbert space setting anymore, and
thus the alternative tools, such as Wiener amalgam spaces, have to be used.

Remark 2.4. The interpolant Vx can be replaced by other types of (quasi)-inter-
polant without changing the validity of the theorem. In particular, we can choose
a general BUPU @ = {¢;}ica satisfying: (1) 0 < ¢; < 1, Vi € A, (2) support
¢i C By(4), (3) D_,cn ¢ = 1, and use a (quasi)-interpolation of the form

Q@S = Z S(l‘l)¢z
iEA

Theorem 2.1 relies on the theorem below. The proofs of both theorems are
postponed to Section 3.

Theorem 2.2. For A € W one has:

(1) The space SP is continuously embedded in WP, and the LP-norm and the WP-
norm are equivalent for SP, i.e., there exist two positive constants C1 > 0 and
Cs > 0 such that

(2.0 C Isllys < 15l < Co lsllyn Vs € S7.
(2) Ve > 0 there exists g > 0 such that
(2.7 Joses(s) o < ellsll, Vs € S, 5 < &,
where the oscillation function oscs(s) is defined by

(2.8) (oscs s)(x) = sup |s(x) — s(xz + y)]|.
ly|<s
If the sampling set X = {x;};ca in Theorem 2.1 is relatively separated (see [10]
for the definition), and so X has no cluster points (a set is relatively separated if it

is separated, i.e., z; —xj > hmin > 0, @ # j), then as a corollary of (2.6) in Theorem
2.2 and [10, Theorem 14 | we obtain

Corollary 2.3. If the set X = {x;};cn in Theorem 2.1 is relatively separated, then,
for any 1 < p < oo, there exists a constant C' such that

1/p
(2.9) <Z IS(%)I’)> < Cllslly -

€A

Moreover, a function s in S(X) belongs to SP(X) if and only if the sequence {s(x;)}
belongs to 7. Hence the norm ||s|y, is equivalent to the norm ||{s(z;)}|,-

Remark 2.5. In view of Corollary 2.3, if the sampling set X is relatively separated,
then one can decide if s € S belongs to LP from its sample values at X alone.
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2.1. A special case. Within the L?-theory, we can choose P to be the orthogonal
projection on S2. For this case, the orthogonal projection can be obtained by
a pre-filtering (or equivalently a convolution operation), followed by a sampling
and finally a postfiltering. Specifically, the orthogonal projection P of a function
g € L*(R™) on 52 is given by [4]

Pg=" <g,)0\(a: - k)> Ma — k)
(2.10) kezZn

=1 [g*/q * A

where | [e] is the sampling operator with sampling step 1, and where X e S?is
the dual function given in terms of the convolution inverse of a(k) = (AxA\V)(k) by
the linear combination formula [4]

(2.11) A=Y a Hk)A(z — k).

kezn

All the operations involved in computing the orthogonal projection Pg in (2.10) con-
sist of simple convolutions and additions only. This feature is often useful for signal
processing and numerical analysis because it allows for fast “filtering” implemen-
tations. This filtering algorithm together with the fixed-point iterative algorithm
(2.4) give rise to a fast reconstruction procedure.

Instead of the orthogonal projection P, we can also choose the oblique projection
Pg2 | g2 on S7(A1) in a direction orthogonal to a space S3(A2) [1], [21]. The only

change between this case and the orthogonal projection is that the dual function A

in (2.11) is now replaced by the function )0\12 given by

(2.12) Ma(z) = Y an (B)h(z — k),

kezn

where a12(k) = (A1 x Ay )(k) is the sampled cross-correlation between the generating
functions A\; and Ay of S? and S3, respectively [21].

3. PROOF OF THE THEOREMS

3.1. Proof of Theorem 2.2.

Proof. Let D(R™) denote the usual Schwartz space of compactly supported, C*°(R")
test functions. We choose a bounded uniform partition of unity {h,(x —1};cz» gen-
erated by a function h,(z) € D(R™) such that |h,.(0)] = 1, |h.(z)| < |h(0)],Vz €
R™, and h,(z) = 0 for |z| > r. For s € WP we have the pointwise estimate

(3) SO = I O)S(E)] < sup [ho(ar — 3(E)] = Fi [5(6)

The estimate (3.1) combined with the definitions (1.4) and (1.5) yields |[|s||,;, <
| Fn, [sll Lo = lIs]lwe, i-e., a continuous embedding of WP in LP. This is a well-known
fact (see [8]), but we have chosen to include the proof here for completeness. Thus,
to finish the proof of part (1), all we need to show is that SP C WP, and that the
inclusion is a continuous embedding. If A € W', then A € WP? [8]. Let h, € D(R"™)
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be chosen as in the beginning of this proof. For a function s(z) = 3 c(k)A\(z — k),
and any [ € Z", we have

Fi, [s](l) = sup [hr(z —1)s(z)]

TER™
< (k)| sup |hr(z — DA(z — k)|
(32) kEZZ" TER™
< 3 le(k)| B, N (U~ ),
kezn

Since A belongs to W, we use the norm equivalence (1.6) of the Wiener spaces to
conclude that the sequence Fj, [)\] (k) belongs to the sequence space I', and that
IMlw: = ||Fn, [Alll;:- From this fact, (1.6), and the last inequality of (3.2), we
obtain

(3-3) Isllws < Cllcllep My -

This last inequality together with the left inequality of (1.8) implies that S? is
continuously embedded in WP, which completes the proof of part (1).

To prove part (2), we consider the oscillation function oscs(s) given by (2.8).
For s(z) =Y c(k)A(z — k), we have

oscs(s) = sup | > e(k) (Mz — k) = Az +y — k))
lyl<s keZzn

(3.4) < > (k)] sup Mz — k) = Az +y — k)|
kezZn lyl<d

< Z |c(k)| oscs (A

kezn

If oscs(A) belongs to W1, then from (3.4), and using an argument similar to the
one that led to (3.3), we would get

(3.5) [loscs(s)]| L, < Const [|c]l 45 [loscs ()l -

If, furthermore, [loscs(A)||y2 — 0 as 6 — 0, then we would deduce part (2) of the
theorem. Thus, all we need to show is

(a) oscs(\) belongs to W1
(b) lim floscs (A) s = 0.

To show part (a), we simply note that

(3.6) sup <|hr(x —1)| sup IA(x+y)|> < sup |y, (z = DA(2)],

TzER™ ly|<6 zERN
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where h,, € D(R™) is chosen so that h,,(z) = 1 for all |x| < r+4, and h, is chosen
as in the beginning of this proof. This last inequality implies that

(3.7)

sup (|hr(z —1)oscs(A)(z)) = sup <|hr(9€ — )] sup [A(z +y) — )\(90)|>
TER™ TER™ ly|<é

< sup <|hr($—l)| sup |>\(9C+y)|> + sup [y (z —DA(z)]

TERM ly|<s TERN
<2 sup |y, (z — DA(2)].
zeR™

Since A belongs to W1, it follows from (3.7) that oscs(\) belongs to W as well.
To prove part (b), we note that, since oscs A belongs to W, the equivalent norm
(1.6) implies that for any € > 0, there exists an integer Ly > 0 such that

(3.8)

3" sup ( |he(e — )] sup Nz +y) — Ax)| | <5 VL > Lo, V6 < bo.
lZ‘L‘rGR” ly|<é 2

Moreover, since A is continuous, we can choose dy so small that if § < §g, then

sup (umx —1)] sup Az +y) - A<x>|)

TER™ ly|<é

(3.9) — sup <|hr(x — )| sup Az +y) — A(m)l)

zeB(1) ly|<dé
€

< .
— 2L
Combining (3.8) and (3.9), we immediately obtain that for any € > 0, there exists
a &g > 0 such that
loscs (M)l o <€ VO < by,

which completes the proof. O

3.2. Proof of Theorem 2.1. We start with the following lemma.

Lemma 3.1. If P is a projector, and if X = {x;}ica is y-dense, then the operator
I — PVx from SP into SP is a contraction for sufficiently small .

Proof of Lemma 3.1. For s € SP, part (1) of Theorem 2.2 implies that s also belongs
to WP. Therefore, the function s is continuous and the sampling s(x;) is well defined
for any point x;. Since the interpolant operator Vx is a bounded linear operator
that maps WP into W (L, L?) C LP [8], we also conclude that Vxs belongs to
LP. Moreover, since the sampling set X is y-dense, the definition of osc, in (2.8)
implies the pointwise estimate

(3.10) |(s = Vxs)(z)| < (oscy s)(z) YVzeR™,
and hence we conclude that

(3.11) Is = Vsl < l[(0scy s)]l 1, -
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Using Theorem 2.2, we obtain

|s = PVxsllp, = [|[Ps — PVxs|»
<Cplls=Vxsl»
< Cp|(oscys)ll,  (by (3.11))
<eCpllslly,  (by (2.7)) .

(3.12)

By choosing ~ sufficiently small, we can force ¢ to be as small as we wish (by
part (2) of Theorem 2.2). In particular, we choose v so that eCp < 1 to obtain a
contraction. (]

Using this lemma, we are now ready to prove Theorem 2.1:

Proof of Theorem 2.1. From (2.4), the sequence e, = s — s,, must satisfy

(3.13) ent1 = €n — PVxen.

Thus, from Lemma 3.1, we conclude that, for ~ sufficiently small, we have

(3.14) lentllpe < allenllrs

where o < 1. Therefore |le,||;, — 0, and the proof is complete. |

4. CONCLUDING REMARKS

We have shown how to reconstruct spline-like functions exactly, from their ir-
regular samples. These functions are not bandlimited, in general. The bandlimited
theory is a limit case. The theory is valid for any dimension, and it generalizes the
Paley-Wiener theory on non-uniform sampling. Theorem 2.1 shows that the recon-
struction algorithm converges exponentially fast (O(a™), o < 1) as the number of
iterations n increases. Since the contraction factor « is a decreasing function of the
density ~y, the algorithm will converge more rapidly for denser sets. For the case
L?(R"™), the orthogonal projection as well as some of the oblique projection opera-
tors can be implemented with a fast filtering algorithms as described in subsection
2.1. Therefore, for this case, we have a very efficient algorithm for the reconstruc-
tion which consists of the repetitive application of a (quasi)-interpolation followed
by a filtering (equivalently a convolution).

REFERENCES

[1] A. Aldroubi. Oblique projections in atomic spaces. Proc. Amer. Math. Soc., 124:2051-2060,
1996. MR 96i:42020

[2] A. Aldroubi and M. Unser. Families of wavelet transforms in connection with Shannon’s sam-
pling theory and the Gabor transform. In Wavelets: A Tutorial in Theory and Applications,
C.K. Chui, ed., pages 509-528, Academic Press, San Diego, CA, 1992. MR 93a:94003

(3] A. Aldroubi and M. Unser. Families of multiresolution and wavelet spaces with optimal
properties. Numer. Funct. Anal. and Optimiz., 14(5):417-446, 1993. MR 94j:42045

[4] A. Aldroubi and M. Unser. Sampling procedure in function spaces and asymptotic equivalence
with Shannon’s sampling theory. Numer. Funct. Anal. and Optimiz., 15(1):1-21, 1994. MR
95a:94002

[5] A. Aldroubi, M. Unser, and M. Eden. Cardinal spline filters: Stability and convergence to
the ideal sinc interpolator. Signal Processing, 28:127-138, 1992.

(6] J.J. Benedetto. Irregular sampling and frames. In Wavelets: A Tutorial in Theory and Appli-
cations, C.K. Chui, ed., pages 445-507, Academic Press, San Diego, CA, 1992. MR 93¢:42030

(7] R.J. Duffin and J.J. Eachus. Some notes on an expansion theorem of Paley and Wiener. Bull.
Amer. Math. Soc., 48:850-855, 1942. MR 4:97e



2686 AKRAM ALDROUBI AND HANS FEICHTINGER

(8]

[9]

[10]

(11]

(12]

(13]

[14]
[15]
[16]
[17]
[18]
[19]
[20]
[21]

(22]

23]

H.G. Feichtinger. Banach convolution algebras of Wiener type. In Proc. Conf. Functions,
Series, Operators, Budapest, pages 509-524, Amsterdam-Oxford-New York, 1980. Colloquia
Math. Soc. J. Bolyai, North Holland Publ. Co. MR 85j:43005

H.G. Feichtinger. Generalized amalgams, with applications to Fourier transform. Can. J. of
Math., 42(3):395-409, 1990. MR 92f:46038

H.G. Feichtinger. New results on regular and irregular sampling based on Wiener amal-
gams. In K. Jarosz, editor, Proc. Conf. Function Spaces, volume 136 of Lect. Notes in Pure
and Appl. Math, pages 107-122, Edwardsville, IL, April 1990, 1991. Marcel Dekker. MR
93c:46038a

H.G. Feichtinger. Wiener amalgams over Euclidean spaces and some of their applications. In
K. Jarosz, editor, Proc. Conf. Function Spaces, volume 136 of Lect. Notes in Pure and Appl.
Math., pages 123-137, Edwardsville, IL, April 1990, 1991. Marcel Dekker. MR 93c:46038b
H.G. Feichtinger and K. Grochenig. Non-orthogonal wavelet and Gabor expansions, and group
representations. In Wavelets and their Applications, M.B. Ruskai, G. Beylkin, R.R. Coifman,
I. Daubechies, S. Mallat, Y. Meyer, and L. Raphael, eds., pages 353-375, Jones and Bartlett,
Boston, 1992. MR 93k:42017

H.G. Feichtinger and K. Grochenig. Iterative reconstruction of multivariate band-limited
functions from irregular sampling values. SIAM J. Math. Anal. 231:244-261, 1992. MR
93a:94006

J.R. Higgins. Five short stories about the cardinal series. Bull. Amer. Math. Soc., 121:45-89,
1985. MR 86k:42045

A.J. Jerri. The Shannon sampling theorem—its various extensions and applications: A tuto-
rial review. Proc. IEEE, 65:1565-1596, 1977.

M.I. Kadec. The exact value of the Paley-Wiener constant. Soviet Math. Doklady, 5:559-561,
1964. MR 28:5289

J. Lindenstrauss and L. Tzafiri. Classical Banach Spaces. Springer-Verlag, Berlin, 1973. MR
54:3344

Y. Liu. Irregular sampling for spline wavelet subspaces. IEEE Trans. Inform. Theory,
42(2):623-627, 1996. MR 97b:94006

R.E.A.C Paley and N. Wiener. Fourier transform in the complex domain. Amer. Math. Soc.
Colloquium publications. Amer. Math. Soc., 1934.

C.E. Shannon. Communications in the presence of noise. Proc. IRE, 37:10-21, 1949. MR
10:464e

M. Unser and A. Aldroubi. A general sampling theory for non-ideal acquisition devices. IEEE
Trans. on Signal Processing, 42(11):2915-2925, 1994.

M. Unser, A. Aldroubi, and M. Eden. Polynomial spline signal approximations: filter design
and asymptotic equivalence with Shannon’s sampling theorem. IEEE Trans. Image Process.,
38:95-103, 1991. CMP 92:07

J.M. Whittaker. Interpolation Function Theory. Cambridge University Press, London, 1935.

[24] K. Yao. Application of Reproducing Kernel Hilbert Spaces—bandlimited signal models. In-

formation and Control, 11:429-444, 1967.

[25] A.I. Zayed. On Kramer’s sampling theorem associated with general Sturm-Liouville problems

and Lagrange interpolation. SIAM J. Appl. Math., 51:575-604, 1991. MR 92b:34038

NATIONAL INSTITUTES OF HEALTH, BIOMEDICAL ENGINEERING AND INSTRUMENTATION PRO-

GRAM, BETHESDA, MARYLAND 20892

E-mail address: aldroubi@helix.nih.gov
Current address: Department of Mathematics, Vanderbilt University, Nashville, Tennessee

37240

E-mail address: aldroubi@math.vanderbilt.edu

UNIVERSITY OF VIENNA, DEPARTMENT OF MATHEMATICS, STRUDLHOFG. 4, A-1090 WIEN,

AUSTRIA

E-mail address: fei@tyche.mat.univie.ac.at



